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ABSTRACT. Sigma-delta quantization is a way of representing bandlimited sig-
nals (functions with compactly supported Fourier transforms) by {0,1} se-
quences for each sampling density such that convolving these sequences with
appropriately chosen filters produces approximations of the original signals.
Approximations are refined by increasing the sampling density; this is what
makes such a scheme fundamentally different from more conventional quanti-
zation schemes, where the sampling density is not varied. We present various
examples of how tools from analytic number theory are employed in sharpening
the error estimates in sigma-delta systems.

1. Introduction

Consider the problem of representing real numbers in [0, 1] by binary sequences
in the following translation invariant manner: Each z € [0,1] is mapped to a
sequence g € {0,1}% such that for some appropriate sequence h € [1(Z), called the
reconstruction filter, one has

(1.1) gxh=ux,

where * denotes the additive convolution of two sequences, and the symbol x also
denotes the constant sequence (...,z,z,...). A natural normalization for h is
that > h(n) = 1, so that the number 1 is necessarily represented by the sequence
g=(...,1,1,...). As we shall show in Section 2, this problem is too strict in
terms of the reconstruction formula (1.1) to be solvable for all z: a solution exists
if and only if z is rational, and the solution ¢ is necessarily periodic. An alternative
approach is to ask for a sequence of filters (hy)x>o such that

(1.2) q*hy— x,

uniformly, or at least pointwise, as A — co. The normalization condition can also be
relaxed to the weaker form _ hy(n) — 1 as A — oco. Clearly, there would not be any
gain in introducing this alternative for a choice of sequence (hy) that converges in
I*, since the problem would then be immediately reduced to the case (1.1). Indeed,
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2 C. SINAN GUNTURK

a typical choice is hy(n) = %X[O,l) (%), which converges to 0 uniformly as A — oo,
but not in /. It turns out that in this new formulation, the problem has plenty of
solutions for all x. Yet another possibility is to let the binary representation also
vary with A and ask for

(1.3) qx * hy — .

The last two settings are quite flexible and the main question consists in finding
efficient representations in the sense that (1.2) or (1.3) converges rapidly in A, where
the filters h) are scaled versions of an averaging window as in the example we have
just given. It may also be desirable to determine the exact rate of convergence for
particular schemes that have other features of interest.

In this more general context, it is also possible to formulate the problem for
more general functions. Let z(-) be a function on R, taking values in [0,1]. Given
a sequence u, we define the measure py(u) by

(1.4) pa() = 5 3 ulm)is,

nez
where §, denotes the Dirac mass at the point a. Then, for each function z in some
appropriate class C, the problem is to find a family (gy) of binary representations
such that a pre-chosen filter ¢ (or a sequence () of filters) in L!(R) can decode
z in the sense that

(15) (13(@) * )0 = 5 S aalmpl- %) — ()
ne

in a given functional sense, as A — oco. Note that (1.3) is already contained in (1.5)
if we define the discrete filter hy by ha(n) = (%), and restrict our attention to
constant functions. However, the analogy between (1.3) and (1.5) is not exact due
to the difference between the two settings.

Functions for which there exist solutions to the above problem include bandlim-
ited functions, defined by

(1.6) Bqa={x:R —R|Zis a finite Borel measure supported on [—2,Q]}.

Here, & denotes the Fourier transform of . Such a function is the restriction to R
of an entire function of exponential type. Perhaps, the most important property
of bandlimited functions is that they can be recovered from their samples taken
at or above the critical density 7/Q, called the Nyquist density. This is called
the sampling theorem. In our discussion, we assume {2 = 7 to ease the notation;
otherwise, the analysis can be transposed by a rescaling of the argument. In this
case, if the filter ¢ is such that ¢ is a continuous cut-off function satisfying

oo [ 1 if]¢l <, and
(1.7) w(&)—{ 0 if [¢] > M,

then one has the reconstruction formula

1
(1.8) 2l) = 3 3 a(B)elt - B),
nez
where we assume A > 1. The equality holds pointwise, at least for all values
of t for which the right hand side converges, and in general everywhere if the
summation method uses Cesaro means. Typically, ¢ is chosen to be smooth so that
the corresponding fast decay of ¢ enables an almost “local” reconstruction, which
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removes any concern about the method of summation. (The formula holds also in
the L? sense when x € L%(R), including the case A = 1. However, in this critical
sampling case, a smooth ¢ cannot be chosen; ¢ = X[_r ] is the only candidate.)

We shall search solutions to (1.5) for the classC = {# : R — [0,1] | z € B }. An
important class of solutions are generated by the so-called XA quantization (or A
modulation), which transforms the sequence of samples (z(%)) into the sequence
of output bits (gx(n)). The first order A quantizer operates according to a very
simple principle: Given the sequence of samples (z(%)) taking values in [0,1], a
binary sequence g, is constructed such that

ng

(1.9) (B~ anln),

n1

for all n; and my. This is done by the following procedure: Define the sequences
Xy, Qx and ¢ (which we denote by X, @, and ¢ when x is constant) by

n

(1.10) Xa(n) = > (%),

(1.11) Or(n) = |Xa(m)], and
(1.12) o(n) = Qx(n)—Qa(n—1).

Since z takes values in [0, 1], we have ¢x(n) € {0,1}; and at the same time (1.9)
is satisfied, up to an error less than 1. X, can be defined naturally for negative
indices as well, by integrating backwards.

The property (1.9) implies an immediate estimate for constants; if the resulting
sequence ¢ is filtered using a rectangular averaging window of size A, i.e. hy(n) =

$ X100 (%), then

1
(1.13) llg*hx —zllis < 3

It turns out, as shown in [5], that the same estimate holds (in the sense of (1.5))
for the whole class of bandlimited functions, using a smooth window that satisfies
(1.7). One of the main results we shall present in this paper is that the exponent
of X\ in this estimate can be improved using number theoretical tools, both for the
special case of constants and the general case of bandlimited functions. After a
discussion of general considerations in Section 2, we shall present these number
theoretical estimates in Sections 3 and 4.

The summation, truncation and differencing steps in (1.10) to (1.12) explain
the name “¥A quantization”. The reason for the name “first order” is that only first
order sums and differences have been used; a k-th order scheme involves k-th order
sums and differences. The first construction of stable XA quantization schemes for
all orders is due to Daubechies and DeVore [5]. We shall return to this briefly in
Section 5. Let us also mention the references [1] and [2] which cover the history
as well as recent advances in the theory and applications of XA quantization in
electrical engineering.

2. General Considerations for Constants

Let us return to the problem (1.1). We claimed that a solution exists if and
only if x is rational. This claim will follow simply as a corollary to a theorem of
Szego. We first recall the definition of spectral set for bounded sequences.
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DEFINITION 2.1. Let a be a sequence in [*°. Then the spectral set o(a) is the
set of all £ € T such that bxa =0 (b € I') implies > b(n)e~ "¢ = 0.

The spectral set of a sequence a in ' is precisely the closed support of its
Fourier transform a(§) = Y, a(n)e™™¢. Definition 2.1 extends this notion for
arbitrary sequences in [°°, whose Fourier transforms in general are not functions.
It is always true that o(a) is a closed subset of T.

Szegd’s theorem, as stated in the following form in [7, 8] by Helson, deals with
spectral sets of sequences whose terms come from finite sets:

THEOREM 2.2 (Szego-Helson). Let a be a sequence whose terms are all drawn
from a finite set S of complexr numbers. Unless the sequence is periodic, its spectral

set fills T.

Let us apply this powerful theorem to the sequence ¢ — x. Certainly, the terms
of this sequence come from the finite set {—z,1—2}. On the other hand, h*z = z,
since > h(n) = 1. Thus, (1.1) is a restatement of (¢ — ) * h = 0. According to
the conclusion of the theorem, a nonperiodic ¢ (hence a nonperiodic ¢ — ) would
mean o(q — x) = T. This implies A(€) = 3" h(n)e~"¢ = 0 for all £ € T, and hence
h =0, a contradiction. Hence, only periodic solutions of (1.1) may exist.

Now, consider a periodic solution g, whose period is N. Then ¢ % h is also
periodic and its period divides V. It is a simple calculation to show that

N N
(2.1) > (gxh)(n) = q(n).
n=1 n=1

Since the left hand side is Na and the right hand side is an integer 0 < M < N,
it follows that z = M/N, i.e., x is rational. This proves the “only if” part of the
assertion. The “if” part follows from a trivial construction. Consider a rational
number z = M/N and let h be the rectangular averaging window of length N. If
q is such that it has period N and exactly M of {q(k) : 1 < k < N} are equal to 1,
then it is clear that g « h = x. In summary:

THEOREM 2.3. There is a solution to (1.1) if and only if = is rational. The
solution q is necessarily periodic and its period is a multiple of the denominator of
x n its reduced form.

The rectangular filter of size N would work for all x = M’/N’, where N’
divides N. (So, if the size of the window is chosen to be l.e.m.(1,..., N), then all
numbers in the Farey sequence Fy can be decoded with it.!) Now, let us consider
the implications of (2.1) on the filter h. If a rational number z = r/s (in its reduced
form) is represented by a sequence q of period N, then s must divide N and precisely
M = Nr/sof {q(k) : k=1,...,N} are equal to 1. Let the corresponding indices
be l1,...,ly and define P(§) = Zj\il e~%i¢, Then, a straightforward calculation

shows that ¢ x h = x implies P(§)h(§) =0 for all £ = 27p/N,p=1,...,N — 1. If
M # N (i.e., z # 1), then h(§) must vanish at least at one of these points. Indeed,

for almost any choice of P, almost all of these roots would belong to h. This leads
us to conjecture the following:

lr ~N is the set of all rationals in [0, 1] with denominators less than or equal to N.
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CONJECTURE 2.4. It is impossible to construct a “universal” filter that can
decode all rationals simultaneously. Equivalently, there is no collection of sequences
in {0,1}2 such that for every x € QN [0,1], there is a sequence q in this collection
for which q * h = x, where h is fized.

Let us consider the alternative formulation (1.2). We have already stated in
the introduction that it is now possible to find solutions for all z € [0,1]. Even
stronger, universal filter sequences (hy) can be employed. Before looking at XA
quantization more closely as a scheme that generates such solutions, let us state
the following result which is merely an extension of Theorem 2.3.

THEOREM 2.5. A solution q to (1.2) for an irrational x is necessarily non-
periodic.

PROOF. Suppose (1.2) is satisfied for some x and a periodic ¢ € {0,1}2. Let
N be the period of g. Then, as in (2.1), we have

N

N
(2.2) Y (axha)(n) = > aln).

n=1

M=z

Combined with (1.2), this implies z = +

¥ q(n), ie. z €Q. O

1

n

3. YA Quantization: Constants

Let us look at the very simple first order A system (given in (1.10) to (1.12))
for constant input z € [0, 1]. Define the auxiliary variable u(n) to be X (n) — Q(n).
It is equal to the fractional part of X (n), which we denote by (X (n)). In practice,
neither X (n) nor Q(n) are computed in an electronic circuit, since these variables
are unbounded. However, the sequence u is bounded and satisfies the recursion
relation

(3.1) u(n) —u(n—1)=xz—q(n), u(0)=0.

In fact, this recursion is taken as the starting point in practice. One asks for a
bounded solution u of (3.1) such that ¢ € {0,1}%. The particular construction of ¢
we have considered is just one of the solutions of (3.1).

We are now in the setting (1.2). For a given filter hy, let us derive an estimate
for the error ey = x — ¢ * hy, where hy obeys the scaling relation hy(n) = +¢(%)
for some function ¢. For a € [, define S(a) = 3" a(n). The error may be bounded
by a sum of two contributions:

(3.2) lextm)| < Ja(1 = S| + | D (@ = a(k)a(n = k).
k

Let us call the two terms e} and e3. It is possible to choose ¢ such that the first
error term is zero for all A. For instance, ¢ = x|o,1] has this property for all integer
A; on the other hand, ¢ € BV N B, with ¢(0) = 1 has it for all real A > 1 (which
may easily be seen using Poisson’s summation formula). Assume a choice of ¢ with
this property, which leaves us with €3 = (x — q) * hy.

THEOREM 3.1. For all A, |lex|i= < +Var(p).
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PrOOF. Let A denote the difference operator acting on sequences, defined by
Au(n) = u(n) —u(n —1). Using the recursion relation (3.1), and that « is bounded
by 1, it follows that

lexllie = [[Au* hxlfi,
(33) = ||U*Ah)\||loo,
< lulliee [ARA
1
(3.4) < XVar(go).

O

We call this the “basic estimate”, in the sense that only boundedness of u
was used in the derivation. We shall improve the exponent of A by examining the
expression (3.3) more closely.

First we note that ux Ahy = (u—c)*Ah) for any constant c¢. Next, we consider
a particular filter, the triangle function ¢(t) = (1 — |t|)X[,1 17(t). Then,

1
(3.5) (u* Ahy)(n )\22 n+k) _5 _A2Z _5)

In the above expression, the value of ¢ was chosen to be 1/2 in order to exploit the
fact that the state variable u(n) = (X(n)) = (nz) forms a uniformly distributed
sequence in [0, 1] for all irrational z. Using well known results in the theory of
uniform distribution, we now prove the following improved estimate:

THEOREM 3.2. Let € > 0 be given. Then for almost every x € [0,1], one has
the estimate |lex|[jo < CoA™2log? ¢\, using the triangular filter.

PROOF. Koksma’s inequality’? reduces the problem to considering the discrep-
ancy values for the two sequences u(n—M\),...,u(n—1) and u(n),...,u(n+A—1).
The discrepancy can be bounded using the Erdds- Turdn inequality®. In our case,
these two inequalities result in

1 a+A K 1 1 A
2mikmax
(3.8) ‘X;@—Zﬁlu ——‘<1nf0< ZZ:E sz::le )

uniformly in @ and for all A. The precise behaviour of this quantity depends on
the behaviour of the continued fraction expansion of = (see, e.g. [11, 12, 13]).
We shall not pursue such a detailed analysis, but rather use a metric result due to
Khinchine, which yields the bound O(A~"log?"¢ \) for almost every (Lebesgue) z
(see [11, pp. 131]). Let us note that the involved constant in general depends on

x. This, together with (3.5) gives us the desired estimate. O
2For any function f € BV (]0,1]) and a finite sequence of points z1,...,zy in [0, 1],
1 & 1
(36) [ 22 1) = [ @] < Var(p)pw,
where Dy denotes the discrepancy of the sequence z1,...,zn and Var(f) is the variation of f.
3The discrepancy Dp of any real numbers z1, ...,z N is bounded by
1 &1 &
3.7 Dy<C(— -|= ik |
61) v s (K*;;lwmzf

for any positive integer K, where C' is an absolute constant.
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Let us use the notation ey , to denote the dependence of the error ey on the
input value x. We assume that the triangular filter is used, so that (3.5) and (3.8)
are in effect. We have already mentioned above that the precise behaviour of ey ,
can only be described by means of the continued fraction expansion of x. However,
the mean behaviour is simpler. Let us consider the mean squared error (MSE)

1
(3.9) MSE(ey) = / llex,ollf~dz
0

A straightforward bound for MSE(ey) can be found directly from (3.8). Let Py x(z)
denote the trigonometric polynomial A~* Zz‘lzl e?mikmz _Note that || Px k|| r2((0,1)) =
A~1/2. Then,

o LS - 2
< — [ inf(= -1
MSE(ey) < 2 /o 1}1? (K + 321 k |PA,k(x)|) dx

C/, 1 1 K _ 2
= W, <ﬁ+(2k 1)) )df
k=1
. (1 E&
< F1%f<ﬁ+ZZE/O |PA,k(I)||PA,l(I)|d$>
k=11=1

c’. 1 1.,
< R
< % 1%f<K2 +)\10g K),
where we have used the Cauchy-Schwarz inequality in the last step. Finally, by
choosing K ~ A'/2, we arrive at the bound

(3.10) MSE(ey) < CA 3 1og? \.

The exponent of A in this estimate is optimal. Indeed, using number theoretical
tools, it is shown in [14] that

1
(3.11) CiA3 g/ lex.z(0)]?dr < CoX™3.
0

It is natural to conjecture that this is also true for || fol lex,z(-))?dzi=, a quantity
smaller than MSE(ey). It is shown in [3] that the quantity

N

1
1
3.12 =(n)|2d
(3.12) /02N+1n_§j lex.a(n)]da

—N

(which is yet even smaller) also behaves as O(A™3) as N — oo.

4. YA Quantization: Arbitrary Bandlimited Inputs

In this section, we generalize the results of the previous section to arbitrary
bandlimited functions. The difference equation now reads as

(4.1) ux(n) —ua(n —1) = 2x(n) —qx(n),  u(0) =0;
where z)(n) and ux(n) are defined to be x(%}) and Xx(n) — Qa(n) = (Xx(n)),

respectively. Clearly, uy takes its values in [0,1]. Our setting is (1.5), and in
general we allow ¢ to depend on A, which will be denoted by .
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The Basic Estimate. We start with the corresponding “basic estimate” given
in [5], where it is also possible to use a fixed filter ¢ for all A.

THEOREM 4.1 ([5]). Let x € B, with 0 < z(t) <1 for all t, and ¢ € BV (R)
satisfying (1.7) for some fized \g > 1. Then, ||z — px(qr) * @l < 3 Var(y) for
all X\ > Xo.

PROOF. The sampling theorem states that @ = ux(z)) * ¢ for all A > A\g. Let
A, be the difference operator whose action on a measure is given by A,u(-) =
u(-) — p(- —n) and let 1 denote the constant sequence of 1’s. Then,
z—pa(gn) ke = Ty — @) x e,
= pua(Auy) * ¢,
Apyapa(un) * o,

(4.2) = paua) * Agyne,
so that
[l = palar) * llze < [lua(1) * [Aryael [z,
(4.3) < %Var(gp).
In the last step, we made use of the identity (1) * f =+ > f(- — %). O

An Improved Estimate. We shall apply the ideas of the previous section to
prove the following theorem, which is an improvement of the above basic estimate:

THEOREM 4.2. For all n > 0, there exists a family {px}r>1 of filters such that,
for all x in Theorem 4.1, and all t for which x'(t) does not vanish, we have

(4.4) () = (alan) * @2)(B)] < CAZH/3F
for some constant C' = C(n,z'(t)).

Note that bandlimited functions are analytic, so that the derivative z’ of a
non-constant bandlimited function x has at most countably many zeros, with no
accumulation point. It is also possible to carry out a higher order analysis at the
zeros of x’, but we shall not touch upon this here.

PrOOF. We divide the proof into a number of steps.
1. Fix ¢ (for which 2/(t) # 0). For each A, let Ny = | M|, and define the sequence
Uy by
1
(45) U)\(n)—U)\(n—l) :’UJA(n)_§7 U)\(N)\):O
Let also ty = Nx/X and §y = ¢t — t5. Note that |0x] < 1/A. Now, (4.2) can be

written as

z(t) = (palgr) * ox))(t)

1

3 ZAU,\(”)AU,\@(f - %)
1

= 3 Z Ux(n)AT)\p(t = %),

1
(4.6) = XZUA(NA—Fn)Af//\@(—% +3y),

for any ¢ that decays sufficiently fast. Denote the error expression by ey (t).
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2. Our purpose is to find non-trivial bounds for Uy (N, + n) by accounting for the
cancellations in

n

(4.7) Un(Nat+n)= Y (u,\(N,\—i-m)—%),

m=1

where we have assumed n > 0, the other case being essentially the same. Note that
the trivial bound is |n|/2. We shall prove the following estimate:

03 /\1/2
(4.9 DA )] < € (3204 ),

for all n < Co|a’(t)|\ and A > Cs|2/(t)|~1. )
The inequalities of Koksma and Erd6s-Turan result in the bound

K n
n 1 )
. < n - 27rzku,\(NA+m)’
(4.9) |Ux(Nx + n))| _1%f C<K+ k‘ e ,
k=1 m=1
which reduces our task to analyzing the behaviour of the exponential sums
(4.10) Sxk(n) = Z 2Tk XA (Nx+m)
m=1

since ux(n) = (Xx(n)).

3. We will use the stationary phase methods of van der Corput to estimate the
exponential sums given in (4.10). The following well-known theorems serve well for
this purpose:

THEOREM 4.3 (Truncated Poisson, [9]). Let f be a real-valued function and
suppose that f' is continuous and increasing on [a,b]. Put a = f'(a), 8 = f'(b).
Then

b
(4.11) Z e2mif(m) — Z / 2 (T =vT) gr 4+ O(log(2+ 5 — @)).

a<m<b a—1<v<p4+17a

(If f" is decreasing, then by taking the complex conjugate of the above expres-
sion applied to —f, one finds the same expression with « and 3 switched.)

THEOREM 4.4 (van der Corput, [10]). Suppose ¢ is real-valued and smooth in
(a,b), and that | (t)| > pu for all t € (a,b) and for a positive integer r. If r =1,
suppose additionally that ¢ is monotonic. Then there exists an absolute constant
cr such that

b
(4.12) ’/ el dt‘ < e VT,

In our case, X is initially only defined on the integers; however, (1.10) imme-
diately yields an (analytic) interpolation of X,. We call this new function X as

4As is customary, we shall use the notations C,C’, C1, Ca, ... for generic constants that may
change value from one proof to another; constants of different values occurring in the same argu-
ment will be distinguished by different indices.
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well, and show in the Appendix that for A\ > C|2/(#)|~1, and all real 7 in the range
0 <71 < Cs]2/(t)|A, one has

/ /
(4.13) Cy '””;”' <XV (Ny+7)| < 02@,

where C, Cq, Cy, and C3 are absolute numerical constants.

In Theorem 4.3, we set f = kX, a = Ny + 1, and b = N, + n, and assume
n < Cs|z’(t)|A. Tt follows from (4.13) that the number of integral terms in the right
hand side of (4.11) is bounded by

B—a+3] < 3+k(n-1) sup | XY(Nx+7)]
[2'(1)]
o
On the other hand, using Theorem 4.4 (for r = 2) with (4.13), each exponential
integral term in (4.11) is bounded by C(k|z’(t)]/\)~'/2. Combining this with the
bound on the number of terms that we have just found, we get
kN1

4.15)  |Swk(n)| < Cl”(X) - cz(g)_l/ﬂx'(m—l/z + O(log(2 + k),

where in the first term we have made use of the fact that ||z'||p~ < 7 (which
follows from Bernstein’s inequality®), and in the logarithmic term that |3 — o < k
for the given range of n. Note that, for small £, this bound significantly improves
the trivial bound n. Now, if in (4.9), one chooses K ~ A'/3, then (4.15) yields our
desired estimate (4.8).

4. We finish the proof of Theorem 4.4 by bounding (4.6) for a particular family
of filters which we construct next. For this, we fix a filter ¢ such that ¢ is C*°,
supp(Q) C [—com, com] for some small fixed ¢y > 1, and $(§) = 1 on [—7, 7|. Then ¢
is a Schwartz function, i.e., ¢ has rapidly decreasing derivatives: there are constants
C](\l,) for all N > 0 and [ > 0 such that

(4.14) < 3+ k(n—1)Cy

) OJ(\l/)
4.16 t)] < .

For a small 7 > 0, we set Q) = A2 and define ¢y by
(4.17) ea(t) = Uap(Qnt)

for A > 1. Then ¢x(§) = ¢(£/2) and hence {¢x} is an admissible family of
reconstruction filters. We turn back to the expression (4.6). For small n (i.e., for
[n| < cla’(t)|A for a sufficiently small constant c), we will use the estimate (4.8) in
the form O(|z’(t)]~*/2X2/3), and for large n, the trivial estimate |n|/2. Thus,

! - n
lex®l < X(O(W(t)' VNS YT AT A (=% 6
In|<clz’(t)|A
n
(4.18) + Y |—2||A%/A<P,\(—§ +0x) )

In|> |2’ (t)|cA

The first sum term can easily be bounded by

(4.19) 227 Xl = 227"

°If f € Bq, then ||f(*)]|pee < Q%||f||Lo.
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and the second sum term by

Z In| 2 Q?;C](f) / —N+3
) R <

In|>clz’ ()| A

for all N. We choose N such that (N —3)n/2 > 1/3. Putting together, this results
in the estimate

(4.21) ex(t) < C(n, |2 (t))A~*/**7,
concluding the proof. O

5. Other Results

In the introduction, we mentioned higher order A schemes. In a k-th order
YA scheme, one is interested in solutions ¢ € {0, 1}Z of the difference equation

(5.1) AFy =1 —q,

with u € [° (such a scheme is called stable). Again, we use the notations uy,x
and gy when z is an arbitrary bandlimited function sampled at the rate .

The second order case is best understood among all higher order schemes, and
there are many construction strategies for ¢ that are stable. We shall not get
into any specific details of these schemes, but state only the error estimates. The
basic estimate is now O(A~?) both for constants and general bandlimited functions.
However, in this case, the exponent can be improved only for constants [15]. A
notable difficulty arises in analyzing a particular family of piecewise affine dynamical
systems in the plane, whose attracting invariant sets turn out to tile the plane with
the action of the integer lattice. Using similar number theoretical techniques (such
as mean values of Gauss sums and higher dimensional versions of discrepancy and
the inequalities of Koksma and Erdés-Turén), the MSE(e, ) is shown to be bounded
by O(A=*®). A similar improvement of the exponent for the uniform error is also
found using the corresponding metric results.

The basic estimate for a stable k-th order scheme is O(A~*), which makes higher
order schemes more interesting in terms of their approximation properties. However
in practice, the first order scheme is widely used for its many attractive features,
such as its robustness to hardware imperfections. There are various (mostly ad
hoc) constructions in the electrical engineering literature of schemes of higher (single
digit) orders ([1, 2]), without proof of stability. A recent mathematical achievement
in this direction has been the construction of a family of arbitrary order stable XA
schemes in [5].

For a given order k, let C) be the constant hidden in the O(A*) estimate.
Then, it is natural to let the order depend on A and look for the best possible decay
of the error in A. For the scheme in [5], the authors show that Cj ~ ckz, which
results in an O(c™ log? ) type decay using the optimal choice of order for each M.
On the other hand, a lower bound can easily shown to be 2= using Kolmogorov
entropy. It is an unsolved problem to determine whether exponential decay of error
can be achieved.® Another step towards this lower bound is taken in [17] for the

SNote added in October 2003: This problem is now solved. In [16], we construct LA fam-
ilies which collectively achieve the error bound ||ey || L = O(272-97}) for arbitrary 7-bandlimited
functions. The best achievable constant in the exponent is still unknown.
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constant input case, in which a purely number theoretical construction yields an
O(c’ﬁ) type of error decay.

6. Appendix

In this section, we present the construction of the analytic interpolation of the
sequence X, which was stated in the proof of Theorem 4.4. Using the Taylor
expansion of x about the point ¢, we proceed as follows:

Xa(Na+m) = Xx(Na)+ ) altr+4)
=1

= XA(Ny) + (A)Zzs

sgl
5=0 A%sl =1
I(S s+1
(6.1) = Xi\(Ny)+ S' ZPSJmJ
s=0
_ — 2 (ty)
(6.2) - Zm” > WPS,J',
s=j—1

where P; ; are related to Bernoulli numbers. We use this last expression to define

(63) XA(NA+T) :X)\(N)\) —|—ZQJTJ

for all 7 > 0, where a; is the sum term appearing in (6.2). The simple bound
P, ; < s!/j! and Bernstein’s inequality easily yields

2 /m\I—1
(6.4) il < 5(3)
for A > 2m. Let us show that
(6.5) X;\(Nx-l—T):x(t)\-i-%)-f—R)\(T),

where Ry (7) is small compared to z(ty + %) for 7 = O(\). We start with noting
that Ps 511 = 1/(s+ 1) for all s. Then, starting from (6.1),

(S s+1
x
X\{(Ny+71) = As' ZPJW !
s=0
x(s

— )\S' ( +ZPSJ_7T 1)

s=0

(6.6) = z(ta+ %)+ Ra(7 ),
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where

oo (S) S
HASEACAY L
R)\(T) = g A5(5|) E PSJ‘]T‘] 1
s=0 =1
oo oo (S)
_ Z ‘—1295 () ,
I ir’ sl L
Jj=1 5=J

(6.7) = Y b,
j=1

A similar estimate for b; is

(6.8) |bj| < %(;)J

which, through (6.6) and (6.7), provides us the estimate

(6.9) IXV(Ny+7) — Lo/ (1 + )| < 2(%) e/
Now,
6.10 2ty +I)—2(t <(T+1)7T2
(6.10) 2" (tx + 3) = 2" ()] < — :
so that

1 / ! T 3 /
(6.11) 2@ < [t + 3] < 512",

for all 0 < 7 < CA|2/(t)|, where C is a sufficiently small absolute constant. Hence,
from (6.9) and (6.11), it follows that
1
XANa 7] 2 Sl (0 ) - 27 (5)°

|2’ (1)]
A

(6.12) >
if A\ > C'|2'(t)]~!. Tt follows similarly that

!
(6.13) IX!(Nx+7)| < 02|x§t)|

for the same range of A\ and 7.
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